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Is which Voice over Internet Protocol
"Service (QoS) parameters and security
nsider a new protocol that covers both
information that is vital to control the

ication of the source and data integrity.
e e ieiieiiee ey vieeaeen .. Teal-time service, uses RTP (Real-Time
Protocol) with UDP (User Datagram Protocol) for transport of digital streams.
Currently there is one control protocol for RTP and it is RTCP (Real-Time
Control Protocol) [2]. It is designed to monitor the Quality of Service (data
delivery) and to convey information about the participants in an on-going
session. RTCP operates mainly on exchanging two special reports called:
Receiver Report (RR) and Sender Report (SR). Parameters that are enclosed in
those reports can be used to estimate the network status. We propose a new
protocol that uses two techniques: digital watermarking and network
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